S . RWTHAACHEN Efficient Nonlinear Acoustic Echo Cancellation by 'ntel®

T Commnication Systrs UNIVERSITY Dual-stage Multi-channel Kalman Filtering

Matthias Schrammen, Stefan Kuhl, Shmulik Markovich-Golan, Peter Jax

Introduction Dual-stage Multi-channel Kalman Filter
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SPL: Sound pressure level, AEC: Acoustic echo cancellation, ERLE : Echo return loss enhancement 520 _ E 81 % ~ Cr/Ciin
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. . . Attractive for real-time speech communication with mobile devices
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nonlinear amplifier and loudspeaker with memory of length N,;: Time [s]
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